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Cloud SIP Trunking

Enterprise-grade PSTN connectivity. Simple, easy setup.

SIP Trunking - Scalable for your growing business needs

SIP is a robust digital solution that delivers high quality voice and data service. Using dynamic
bandwidth allocation, Lingo amplifies the capabilities of SIP, allowing for on-demand paths
which can be used for calling and unified communication features..

® Scalable Voice

Easily add trunks, channels,and DIDs as you grow.

Why businesses que ® CloudRedundancy
CIOUd SIP Trunk'”g Cloud data centers give you superior call reliability.

® Flexible pricing

SIP trunk pricing that saves you more on business

voice.

. * FreeCloud IP to IP calling
% Call Origination + Unlimitedlocal calls
Lingo SIP Trunking includes PSTN origination, which is the Competitive LD, International
routing of inbound calls destined for customer DIDs from the & Toll-Freerates
PSTN to the customer voice equipment. Lingo SIP Trunking e CodecsG.711and G729
customers must order DIDs as add-ons (see DIDs below) to available
receive inboun Ils via their SIP Trunks..
eceive inbound calls via their S unks + BYOB (Bring Your Own

Bandwidth)

% o
Qg Call Termination « OneDID perchannel
Lingo SIP Trunking includes PSTN termination, which is the
routing of outbound calls from the customer voice
equipment to the PSTN. PSTN termination encompasses
several potential traffic types, including local, domestic LD,
international LD, and special services.

Qo 2 o
oeLingo

www.lingo.com | 866.405.4646 | sales@lingo.com O bulseue



	Slide Number 1

